SPEECH 


ELSEVIER Speech Communication 18 (1996) 399-400 


Cumulative contents of Volume 18 


Volume 18, No. 1, January 1996 


C. Sorin 

Editorial 
R. Le Bouquin 

Enhancement of noisy speech signals: Application to mobile radio communications as 
S. Rajendran and B. Yegnanarayana 

Word boundary hypothesization for continuous speech in Hindi based on F, patterns 21 
H. Meng, S. Hunnicutt, S. Seneff and V. Zue 

Reversible letter-to-sound /sound-to-letter generation based on parsing word morpology 47 
Y. Zhao 

Self-learning speaker and channel adaptation based on spectral variation source decomposition 65 
Y.J. Chung and C.K. Un 

Multilayer perceptrons for state-dependent weightings of HMM likelihoods 79 
In Memoriam Max Wajskop 91 
M. Rossi 

The evolution of phonetics: A fundamental and applied science 96 
Advance table of contents 103 
News 105 


Volume 18, No. 2, April 1996 


H. van den Heuvel, B. Cranen and T. Rietveld 

Speaker variability in the coarticulation of /a,i,u/ 113 
P. Alku and E. Vilkman 

Amplitude domain quotient for characterization of the glottal volume velocity waveform estimated by inverse 


filtering 131 
P. Castellano and S. Sridharan 

A two stage fuzzy decision classifier for speaker identification 139 
H. Yehia and F. Itakura 

A method to combine acoustic and morphological constraints in the speech production inverse problem 151 
C.-H. Lin, C.-H. Wu, P.-Y. Ting and H.-M. Wang 

Frameworks for recognition of Mandarin syllables with tones using sub-syllabic units 175 
Advance table of contents 191 
News 193 
Volume 18, No. 3, May 1996 

203 


Editors introduction 


Elsevier Science B.V. 


400 Cumulative contents of Volume 18 


Invited paper 
H. Bourlard, H. Hermansky and N. Morgan 


Towards increasing speech recognition error rates 205 
Comments on H. Bourlard, H. Hermansky and N. Morgan’s paper by 
B. Atal 233 
R. de 234 
J. Flanagan 236 
S. Furui 238 
J.P. Haton 239 
M. Hunt 240 
F. Jelinek 242 
R. Lippmann 247 
J. Mariani, J.L. Gauvain and L. Lamel 249 
S. Seneff 253 
Papers 


R. Veldhuis and H. He 
Time-scale and pitch modifications of speech signals and resynthesis from the discrete short-time Fourier 
transform 
J. Hirschberg and P. Prieto 
Training intonational phrasing rules automatically for English and Spanish text-to-speech 281 
C.-s. Liu and H.-c. Wang 
A segmental probabilistic model of speech using an orthogonal polynomial representation: application to 


257 


text-independent speaker verification 291 
Advance table of contents 305 
News 307 


Volume 18, No. 4, June 1996 


Q.-G. Liu, B. Champagne and P. Kabal 

A microphone array signal processing technique for speech enhancement in a reverberant space 317 
O. Siohan, Y. Gong and J.-P. Haton 

Comparative experiments of several adaptation approaches to noisy speech recognition using stochastic trajectory 


models 335 
L.M. Arslan and J.H.L. Hansen 

Language accent classification in American English 353 
M.I. Torres and P. Iparraguire 

Acoustic parameters for place of articulation identification and classification of Spanish unvoiced stops 369 


C. Benoit, M. Grice and V. Hazan 
The SUS test: A method for the assessment of text-to-speech synthesis intelligibility using Semantically 


Unpredictable Sentences 381 
Acknowledgements 393 
Advance table of contents 395 
Author index of Volume 18 397 
Cumulative contents of Volume 18 399 


* Articles marked with this symbol include references to audiofiles which can be retrieved at 
http: // www.elsevier.nl / locate / specom. 

Advance tables of contents can be retrieved at 

http: / / www.elsevier.nl / locate / eee. 


f 


| 
| 


| 


